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SIP Paging 9

Audio Ports (Line Level -10dbm) FXS Ports (Station Ports) FXO Ports (Loop Start)

1 Audio Port.. . . . . . . . . . . . . . . . . . . . . VIP-801A
• 1 Audio Output & Input
• 1 Contact Closure Input
• 2 Programmable Form C Relay Contacts
InformaCast®.. . . . . . . . . . . . . . . VIP-801A-IC

2 Audio Ports.. . . . . . . . . . . . . . . . . . . . VIP-802A
• 2 Audio Outputs & Inputs
• 2 Contact Closure Inputs
• 2 Programmable Form A Relay Contacts 

4 Audio Ports.. . . . . . . . . . . . . . . . . . . . VIP-804A 
• 4 Audio Outputs & Inputs
• 4 Contact Closure Inputs
• 4 Programmable Form A Relay Contacts

1 FXS Port..................................... VIP-811A
• 1  RJ-11 FXS Port
• 2 Programmable Form C Relay Contacts

2 FXS Ports................................... VIP-812A
• 2  RJ-11 FXS’s
• 4 Programmable Form C Relay Contacts

4 FXS Ports................................... VIP-814A 
• 4  RJ-11 FXS’s
• 4 Programmable Form C Relay Contacts 

1 FXO Port.................................... VIP-821A
• 1  RJ-11 FX0
• 1  RJ-11 Telephone Failover Connection

2 FXO Ports.................................. VIP-822A
• 2 RJ-11 FX0’s
• 2 RJ-11 Telephone Failover Connections

4 FXO Ports.................................. VIP-824A 
• 4 RJ-11 FX0’s
• 4 RJ-11 Telephone Failover Connections

1 Zone of One-Way Analog Paging  
Plus 8 Zones SIP Station or  
100 Zones SIP Trunk.. . . . . . . . . . . . . . VIP-201A
•	 1 Analog Audio Output     
•	 1 AUX Audio Input
•	 2 Programmable Form C Relay Closures

4 Zones of One-Way Analog Paging  
Plus 8 Zones SIP Station or  
100 Zones SIP Trunk.. . . . . . . . . . . . . . VIP-204A
•	 4 Analog Audio Output     
•	 1 AUX Audio Input
•	 4 Programmable Form A Relay Closures

SIP Connection To Self-Amplif ied Speakers, IP Speakers  or Legacy 25/70 Volt Amps
The Analog outputs on the VIP-201A and VIP-204A allow 
you to connect to modern self-amplified speakers or to 
legacy central amplified systems.  The analog zones can be 
dialed individually or grouped.  Multiple VIP-20x units can 
be used to give an infinite number of zones.

•	 Feedback Elimination Function
•	 SIP Night Ring Function
•	 SIP Loud Ringer Function
•	 On premise or hosted IP Telephone Systems

The VIP-821A allows for a SIP connection to a legacy multizone intercom or paging 
system.  This is of great benefit to customers who have moved from a traditional 
analog PBX to an IP telephone system.  Simply take the existing FXO port  
connection and connect it to the line port on the VIP-821A.

Plug the VIP-821A into a PoE port on the network and register it as a 3rd party SIP 
identity to your IP telephone system.  The customer then dials the SIP identity of 
the VIP-821A.  The VIP-821A comes off hook and draws dial-tone from the existing 
intercom or paging system.  No reprogramming or retraining is required.

•	 Replaces Existing Wired FXO Connection
•	 Perfect for Any IP Telephone System
•	 Works with Hosted IP Telephone Systems

Existing Legacy Multi-Zone Paging
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